
A method for coding digital audio data in which coded Fast Modified
Discrete Cosine Trans- forn (FMDCT) coefficients are computed utilising a
Past Fourier Transform (FFT) method. The de- scribed method allows a
significant reduction in computations as compared to an ordinary DCT cod-
ing procedure. Also, pairs of audio channels can be combined to use a
single FFF computation, where the selected transform length for the paired
channels is the same. In such cases where pairing of identi- cal transform
length channels is not possible, a long transform length channel is
combined with a short transform length channel and converted in two short
transforms. A windowing function is also combined with a pre-processing
stage to the transformation, further decreasing computational requirements.


