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FIG. 4 

Separately perform sub-band division on an audio signal based on a plurality of sub-
band division manners and cut-off sub-bands corresponding to the plurality of sub-
band division manners, to obtain a plurality of candidate sub-band sets, where the 

plurality of candidate sub-band sets one-to-one correspond to the plurality of sub-band 
division manners, and each candidate sub-band set includes a plurality of sub-bands

501

Determine a total scale value of each candidate sub-band set based on spectral values 
of the audio signal in the sub-bands included in the candidate sub-band set, an 

encoding bit rate of the audio signal, and sub-band bandwidths of the sub-bands 
included in the candidate sub-band set

Select, as a target sub-band set, one candidate sub-band set from the plurality of 
candidate sub-band sets based on the total scale value of each candidate sub-band set, 

where each sub-band included in the target sub-band set has a scale factor, and the 
scale factor is used to shape a spectral envelope of the audio signal
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