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del aysrence signal. A positioner (14) takes coefficients (c1) from the
first IMS filter and determines ‘the most useful subset of small
filters separated by variable delays. The position information
'(PI) calculated in the posltloner comprlses the lengths of these'
delays. The subset of fllters forms together with the variable
delays a second LMS adaptlve filter (LMS2) with a tap number
correspondlng to the first IMS filter tap number. The coef-
ficients correspondlng to the delay 'taps' can be regarded as
set to zero and the locatlons of the delay parts of the second
IMS filter remain fixed. The coeff1c1ents of the filter parts
(corresponding to the small_filters) are modified edaptively un-
til the best match between the filtered received reference
signal and the ideal reference signal is achieved.
The first and second LMS filter need not to work in real time.
After establishing of the filter coefficient modification of the
subsets these coefficients (C2) are copied to a real time main
filter (MF) working on the whole input signal, e.g. a TV signal,
with exception of said'reference_signal. The main filtericomprié
ses a respective subset of adjustable small filters and a set of

adjustable delays.
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