SYSTEM AND METHOD FOR MANAG NG CALL CONTINUI TY |IN I MS NETWORK ENVI RONVENT
USI NG SI P MESSAG NG ABSTRACT OF THE DI SCLOSURE | n one enbodi ment, a schene
is disclosed for nanaging call continuity in a network environnment (100)
including a circuit-switched (CS) network and an IP nultinedia subsystem
(IM5) network (350) wherein a SIP Invite nessage having a Domain
Transfer-URI contained in the Request-URI that is operable to trigger a
return of a routable nunber is utiliZéd. Responsive to the SIP Invite
nmessage froma UE device (302), a network node (308) provides a SIP

response nessaggyterf- and HeTAbbeHBA! ié%ﬁAé%kéi %ﬁL%Bgoﬁ%iﬁ%%?) whi ch

i ncl udes one or nore radi o-access technologies and an alternative domain
avai |l abl e to t heNUEM8eMECHORBORNVIIBONMENTI OGING &IfaMESSAGANGone domain to
anot her domain. Figure 1

ABSTRACT OF THE DISCLOSURE

In one embocdiment, a scheme 1is disclosed for
managing call continuity 1in a network environment (100)
including a circuit-switched (CS} network and an 1IP
multimedia subsystem (IM3) network (350) wherein a SIP
Invite message having a Domain Transfer-URI contained in
the Request-URT that is operable to trigger a return of a
routable number is utilized. Responsive to the SIP
Invite message from a UE device (302), a network node
(308) provides a SIP response message (e.qg., SIP
Alternative Service 380 Response) which includes one or
more radio access technologies and an alternative domain
available to the UE device (302) for continuing a call

from one domain to another domain.

Figure 1



