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FIG. 4 

301
Obtain a plurality of sub-bands of an audio signal and a scale factor of 

each sub-band

302
Process the scale factor of each sub-band, and update the scale factor of 

the sub-band based on a masked scale factor of the sub-band

303
Determine, based on the scale factors of the plurality of sub-bands, a 

reference value used for shaping a spectral envelope of the audio signal

304
Shape the spectral envelope of the audio signal by using the reference 
value as a baseline, to obtain an adjustment factor of each sub-band 

corresponding to a shaped spectral envelope
 

FIG. 5 

  



 

 

6/7 

3021
Obtain a masking coefficient that an adjacent sub-band of a sub-band 

has on the sub-band and a scale factor of the adjacent sub-band

3022
Obtain a masked scale factor of the sub-band based on a scale factor of 
the sub-band, the scale factor of the adjacent sub-band, and the masking 

coefficient that the adjacent sub-band has on the sub-band
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3041
Obtain a difference between a scale factor of a sub-band and a 

reference value

3042
Adjust the scale factor of the sub-band based on the difference, to 

obtain an adjustment factor
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a1
Scale down a difference, to obtain a scaled-down difference

a2
Update a scale factor of a sub-band based on the scaled-down 

difference and a reference value

a3Obtain an adjustment factor based on an updated scale factor of the 
sub-band
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